T

1 Linksys PAP2T - nastaveni ATA adaptéru pro sluzbu viaPhone
(screenshots)

Po vstupu do webového rozhrani zvolte “Basic View” a “Admin Login”, tim se zpfistupni pozadované

listy menu.

Dulezité parametry pro zprovoznéni zafizeni jsou Cervené zakrouzkované. Ostatni jsou vétSinou
defaultné nastaveny od vyrobce:

Zalozka Info:
Zde zkontrolovat verzi firmware — Software version.

PAP2T byla otestovana s firmware 3.1.15(LS). Pokud je zde verze starsi, je nutné provést update
z http://firmware.linksys-cisco.cz/PAP2T/

Zalozka System: (aby bylo mozné editovat tuto polozku, zvolte rezim ,,Advanced View*
o Primary NTP Server: ntp.viapraga.cz

Zalozka Regional:
o Time Zone: GMT+01:00

Zalozka Line 1:

Line Enable: Yes

SIP Port: 5060

Proxy: sip.viagia.cz

Register: Yes

Register Expired: 600

Display name: pridélené telefonni €islo
Password: pridélené heslo

Auth ID: pridélené telefonni €islo
User ID: ptridélené telefonni Cislo
Use Auth ID: Yes

Preferred Codec: G.711u

O
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System Information

Product Information

Line 1 Status
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Info  System

DHCP:
Host Name:
Current Netmask:
Primary DMS:
Secondary DNS:

MAC Address.
Customization:

Current Time:
Broadcast Phkts Sent:

Broadcast Pkts Recv.

Broadcast Pkts
Dropped:

RTP Packets Sent:
RTP Packets Recwv
SIP Messages Sent:
SIP Messages Recv.
External IP:

Display Name:
Hook State:

Last Registration At
Message Waiting:
Last Called Mumber:
Mapped SIP Port:
Call 1 State:
Call1Tone:

Call 1Encoder:
Call1Decoder:

Call 1 FAX:

Call 1 Type:

Call 1 Remote Hold:
Call 1 Callback:

Call 1 PeerMame:
Call 1PeerPhone:
Call 1 Duration:

Call 1 Packets Sent:
Call 1 Packets Recv.
Call 1 Bytes Sent:
Call 1 Bytes Recv:
Call1Decode
Latency:

Call 1 Jitter

Call 1 Round Trip
Delay:

Call 1 Packets Lost:
Call 1 Packet Error:
Call 1 Mapped RTP
Port:

Display Narne:
Hook State:

Last Registration At
Message Waiting:
Last Called Mumber.
Mapped SIP Port:
Call 1 State:
Call1Tone:

Call 1 Type:

Call 1Encoder:
Call1Decoder:

Call 1 FAX:

Call 1Remote Hold:
Call 1 Callback:

« oo+ 27 - Systems:

Phone Adapter with 2 Ports for Voice-Over-IP

SIP Regional

Line1

Line2 User1

Basic View (switch to advanced view)

Enabled
LinksysPAP
265265 265 243
21267642
212676418

7/26/2007 104712
0

318

o koo o

236181073

On

7/26/2007 10:43:50
MNo

ldle
Mone

No

ldle
MNone

Current IP:
Domain:
Current Gateway:

Serial Mumber:
Hardware Version:
Client Certificate:

Elapsed Time:
Broadcast Bytes Sent:
Broadcast Bytes
Recv:

Broadcast Bytes
Dropped:

RTP Bytes Sent:

RTP Bytes Recw:

SIP Bytes Sent:

SIP Bytes Recv

User I
Registration State:
IMext Registration In:
CallBack Active:
Last Caller Mumber:

Call 2 State:
Call2Tone:
Call2Encoder
Call2Decoder:
Call 2FAX:
Call2Type:
Call2Remote Hold:
Call2Callback:
Call2PeerMame:
Call2PeerPhone
Call 2 Duration:
Call2Packets Sent:
Call2Packets Recv.
Call2Bytes Sent:
Call2Bytes Recv:
Call2Decode
Latency:
Call 2 Jitter:
Call2Round Trip
Delay:
Call2Packets Lost:
Call2Packet Error:
Call2Mapped RTP
Port:

User ID:
Registration State:
MNext Registration In:
CallBack Active:
Last CallerMumber.

Call2 State:
Call2Tone:
Call2Type:
Call2Encoder
Call2Decoder:
Call2FAX:
Call2Remote Hold:
Call2 Callback:

User2

212676330
viagia.cz
212676825

FLIOOFB41526
015
Installed

00:13:17
0

18800

0

0
0
2642
2445

236181073
Online
392s

MNo

ldle
Mone

Offline

Mo

ldle
MNone

Firmware Version: 3.1.15(LS)

PAP2
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Call 1 PeerName:
Call 1PeerPhone:
Call 1 Duration:

Call 1 Packets Sent:
Call 1 Packets Recv:
Call 1 Bytes Sent:
Call 1Bytes Recv:
Call 1Decode
Latency:

Call 1Jitter:

Call 1 Round Trip
Delay:

Call 1 Packets Lost:
Call 1Packet Error:
Call 1 Mapped RTP
Port:

Voice

info | System

Call2PeerName:
Call2PeerPhone:
Call2 Duration:
Call2Packets Sent:
Call2Packets Recy:
Call2Bytes Sent:
Call2Bytes Recv:
Call2Decode
Latency:
Call 2 Jitter:
Call2Round Trip
Delay:
Call2Packets Lost:
Call2Packet Error:
Call2Mapped RTP
Port:

Save Settings

Cancel Settings

Phone Adapter with 2 Ports for Voice-Over-IP

SIP  Provisioning

Regional Line1 Line2

Advanced View (switch to basic view)

User1 User2

Firmvware Version: 3.1.15{LS)

PAP2

User | ogin

System Configuration

Internet Connection Type

Restricted Access
Domainz:

Enable Web Server:

Enable Web Admin
Access:

User Pazswaord:

| DHCP:

Optional Network
Configuration

Static IP:

Gateway:

HostName:
Primary DNS:

DNS Server Order:
Svyslog Server:

Debug Level;

Secondary NTP
Server:

IHFT

I Manual vl
I—
I 1] vl

I—

Web Server Port:

Admin Passwd:

Metilazk:

Domain:
Secondary DNS:
DNS Query Mode;

Debug Server:

—
—

I Parallel vI
7

Primary NTP Server:

Irrtp.viaplaga.cz >
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Phone Adapter with 2 Ports for Voice-Over-IP

Info System | SIP | Regional Line1

Basic View

Line2 User1 User2

switch to advanced view'

Firmware Version: 3.

User Login

RTP Parameters
SDP Payload Types

PAP2T_nastaveni.doc

SIT1 RSC: I
SIT3 RSC: I
RTF Port Min: |15384

NSE Dynamic Payluad:I‘IDD
G726r16 Dynamic IE'S—

Payload:
G725r40 Dynamic

. IBB
Payload:

Sm2 R5C: I
ST4 R5C: I
RTF Port Max: |1 B482

ANT Dynamic Payluad:h m
G726r24 Dynamic IE-,.—
7

Paylead:
G72506 Dynamic

. IEB
Paylead:
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Phone Adapter with 2 Ports for Voice-Over-IP

Voice

info System SIP [Regional Line 1

Basic View (swilch to advanced view)

Line2 User1 User2

Firmmware Version: 3.1.15(L5)

PAP2

User Login

Control Timer Values |
{sec)
Vertical Service
Activation Codes

Call Back Expires: I‘I 800

Call Return Code: "6
Call Back Act Cods:  |"66
Cfwd All Act Code:  [*72

Cfwd Busy Act Code: I'BD

Cfw d. Mo Ans Act 5]
Code:

Cfwd Last Act Code: |63

Block Last Act Cede: |60

Accept Last Act Cod e:I'Ed

CW Act Code: “hE

CW Per Call Act Code: I'?'I

Bleck CID Act Code:  |"67
Block CID Per Call Act [Z

; I 81
Code:
Block ANC Act Code: I'?’?’

DD Act Code: 78

CID Act Code: I‘EE
CWCID Act Code: |'25
Dist Ring Act Code: I'EE

Vertical Service
Announcement Codes
Outbound Call Codec

Selection Codes

Miscellaneous

Set Local Date

(mmddy: [

Time Zone: I GMT+01.00 =

Call Back Retry Intvl:

Blind Transfer Code:

Call Back Deact Code:

Cfwd All Deact Code:

Cfwd Busy Deact
Code:

Cfwd No Ans Deact
Code:

Ciwd Last Deact
Code:

Block Last Deact
Code:

Accept Last Deact
Code:

CW Deact Code:

CW Per Call Deact
Code:

Block CID Deact Code:

Block CID Per Call
Deact Code:
Block ANC Deact
Code:

DND Deact Code:

CID Deact Code:
CWCID Deact Code:
Dist Ring Deact Code:

Set Local Time
(HH#mim):
FXS Pert Impedance:

E—

“98
“86
73
Ell
"93
“83
“80
I'Ed
57
70
"68
“82
“87
79
“85
“45
45

—

600 hd

PAP2T_nastaveni.doc

Strana 5 (celkem 7)



LINKSYS®

A Division of Cisco Systems, Inc.

Phone Adapter with 2 Ports for Voice-OverIP

Voice

Info System SIP Regional |Line1

Line2 WUser1 User2

Basic View (swilch to advanced view)

Firmware Version: 3.1.15(LS)

PAP2

User Login

Ling Enable: yes

SIP Port: 5060

Proxy and Registration

Make Call Without Reg:
| Ans Call Without Reg:

Subscriber Information

Dizplay Name:

Pa=sword:

. Auth 1D
Supplementary Service

Subscription
Call Waiting Serv: yes ¥/
Block ANC Serv: yes | ¥}
Cfwd All Serv: yes =]
Cfwd No Ans Serv:  |yes v

Cfwd Last Serv:

yes 'l
Accept Last Serv: yes vl

CID Serv: yes
Call Return Serv: yes x|
Three Way Call Serv: |yes ¥

Aftn Transfer Serv:  |yes =]

| MW Serv: yes | ¥}

Audio Configuration

Praferred Codec: G7lla =
Use Pref Codec Only; |yes =

DTWMF Tx Method: Auto =

Register:

Register Expires:

User ID:
Uze Auth ID:

Block CID Serv:

yes ¥
Dist Ring Serv: yes | ¥
Cfwd Busy Serv: yes ¥
Cfwd Sel Serv: yes ¥

Block Last Serv:

yes v
DND Serv: [yes =]

CWCID Serv: yes ¥
Call Back Serv. yes ¥
Three Way Conf Serv: |yes v |

Unattn Transfer Serv: |yes x|

VMW Serv: yes v |

Silence Supp Enable. |no =
FAX CED Detect

Enable: IYBS jv
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Info System

Phone Adapter with 2 Ports for Voice-Over-IP

SIP  Regional Line 1

Line2 User1

Basic View (switch to advanced view)

User 2

Firmmare Version: 3.1.15(LS)

PAFP2

Selective Call Forward
Setlings

Supplementary Service
Setlings

Disfinctive Ring Settings

Ring Settings

Cwd All Dest:
Ciwd Mo Anz Dest:

Cfwed Sel Caller:
Cfwd Sel2 Caller:
Cfwd Sel3 Caller:
Cfwd Selé Caller:
Cfwd SelS Caller:
Ciwd Sel6 Caller:
Ciwd Self Caller:
Ciwd Seld Caller:
Cfwd Last Caller:
Block Last Caller:

CWV Setting:

Block ANC Setting:
CID Setting:

Dist Ring Setting:
Mez=zage Waiting:

Ring1 Caller:
Ring3 Caller:
Ring5 Caller:
Ring7 Caller:

Default Ring:

Hold Reminder Ring:
Cfwd Ring Splazh
Len:

VMWW Ring Splash
Len:

=
e =

—
——

Cfwd Busy Dest:
Ciwd Mo Ans Delay:

Cfwd Sell Dest:
Cfwd Sel2 Dest:
Cfwd Sel3 Dest:
Cfwd Seld Dest:
Cfwd SelS Dest:
Cfwd Se6 Dest:
Cfwd Self Dest:
Cfwd Seld Dest:
Cfwd Last Dest:
Accept Last Caller:

Block CID Setting:
DND Setting:
CWCID Setting:
Secure Call Setting:
DND Activated:

Ring2 Caller:
Ring4 Caller:
Ring& Caller:
Ring& Caller:

Default CWT:
Call Back Ring:

—
—
—
—
—
—
—
—
—
—
—
—

no

I
no |
¥Es X
no

<l

—
—
—
—
=

14

7=

Chblk Ring Splazh Len: ID
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